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A study of sgeech synthesis for achieving synthetic speech with high quality and
variability based on hybrid approach
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The purpose of this research is to establish hybrid speech synthesis framework
that can synthesize human-like speech with various emotional expressions and/or speaking styles using
only a limited amount of speech data. We achieved the following six issues in this research. (1) Flexible
control of non- or para-linguistic information appearing in synthetic speech. (2) Automatic training of
prosodic variations, (3)Expansion to the multi-lingual or cross-lingual speech synthesis, (4)Application
to singing voice synthesis, (5) Efficient designing of speech corpus for synthesis, and (6) Improving
subjective quality of synthetic speech by modifying the conventional parameter generation method .
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