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(PRISM: PRIvacy Selecting Masking)

This research aims to establish a next-generation voice privacy protection
technology (PRISM: PRIvacy Selecting Masking) that can selectively protect privacy information such
as personal identity and speech content contained in speech. We have proposed a synthetic
voice-based masking method for voice privacy protection in real space and a deep learning machine

learning method for voice privacy protection in cyberspace, and have confirmed the effectiveness of
each method.
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