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WFZeR R OMEEL (Z530) : Two invented new speech media, Non—Audible Murmur (NAM) and High
fidelity Blind Source Separation (SIMO-ICA), have been theoretically and practically
developed. These newmedia technologies have been transferred to industries. As for speech
recognition, speech guidance system, Takemaru-kun, has been installed and successfully
operated in public facilities.
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